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OVERVIEW

This guide includes required information for installation and making the settings of Sip Server
product. Please read this manual carefully before using the program.

In case those information are ignored, please do not forget that Yonnet Bilisim shall not
accept any reliability, and the device shall not be covered by the warranty.

Please keep your User Manual since it is an crucial source for the reliably and securely use of
your device.
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1 USER LOGIN

It is enough to write server ip in order to login Interra Sip Server. When Interra Sip Server
interface is appeared, a user name and password is requested from you.

Default values:
Username : admin

Password : yonnet

(#) Asterisk Configuration

L C M [7 192.168.1.69:8088/asterisk/static/config/indexhtm QR B &8 =
=% Uygulamalar P0X Tarkiye | Tarki., (] moboetix  Gelecegi Yazanlar|.. (] English (O3 Android (O] Ubuntu ([ PHP & Mysql (0 SSHvs » [ Diger yer igaretleri
YOMNNET INTERRA SIP SERVER

‘Welcome to the Asterisk™ Configuration Panel

Asterisk™ Configuration Engine

Please login

Username: admin

Password:| sesses

Copynght 2006-2011 Digium, Ine. Digium and Asterisk are registered trademarks of Digium, Inc. Al Rights Reserved. Legal In

Figure 1 Interra Sip Server User Login
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2 HOME PAGE- WELCOME SCREEN

INTERRA

You will be directed to System Status screen after login with username and password. You
can see logged in users in sip server and their status in this screen.

(¥) Asterisk Configuration %

£ Uygulamalar [ PO0X Turkiye | Tirki..

3 mobetix

. Gelecegi Yazanlar | ..

&« C' A | [ 192.168.1.69:8088/asterisk/static/config/index.html

QR H & =

[ English (] Andreid (3 Ubuntu [ PHP 8 Mysql [ SSHvs » (] Diger yer isaretleri

YOMNET

manage related features

22 Dial Plans

Incoming Calling Rules

22 Follow Me
22 Call Feafures
System Info

s Paging/intercom

O 13
Asterisk Logs

INTERRA SIP SERVER

Network | Logout

Please click on a panel to

o Trunks & [-1
Status Trunk Type Usemame PoriHosiname/IP
*EX[EHSiDHS [-1
BB taaice J rescuses Jiax f sp] @ Free @ Ringing @ Busy @ UnAvailable
Extension Name/Label Status Type
@ 1000 1000 Messages : 0/0 SIP User
@& 1001 1001 Messages : 0/0 SIP User
@ 1002 1002 Messages - 0/0 SIP User
@ 1003 1003 Messages : 0/0 SIP User
@ 1004 1004 Messages : 0/0 SIP User
@ 1005 1005 Messages : SIP User
@ 1006 1006 Messages : SIP User
@ 1007 1007 Messages : 0/0 SIP User
& 1008 1008 Messages : 0/0 SIP User
@ 1009 1009 Messages : 0/ SIP User
@ 1010 1010 Messages SIP User
@ 101 1011 Messages : 0/ SIP User
@ 1012 1012 Messages : 0/ SIP User
@ 1013 1013 Messages : 0/ SIP User
@ 1014 1014 Messages : SIP User
@ 10800 10800 Messages : 0/ SIP User
- 200 Ring Group
- 201 Ring Group
—*No Extension assigned Check VoiceMailMain
—*No Extension assigned Dial by Names Directory

< Queues &

[-1

<% Conference Rooms [-1
< Parking Lot [-1
Caller ID Channel Extension Timeout

No Parked Calls

% System Info [-1

IR Network | Momory | Disk |

Hostname:
i3-e753

0S8 Version:
Linux i3-c753 3.4.79-sertac+ #3 SMP PREEMPT Sun May 4
23:45:43 EEST 2014 armw7l GNU/Linux

Asterisk Build:
Asterisk/1.8.13.1~dfsagl-3+debTu3
Raterisk GUI-versicn : 5VN-branch-2.0-r5220

Server Date & Timezone
Fri Dec 19 14:;00:55 EET 2014

:00:55 up 24 days, 21:12
Load Awverage: 1.09, 1.09,

3

Copyright 2006-2011 Digium, Inc. Digium and Asterisk are registered trademarks of Digium, Inc. All Rights Reserved. Legal information
GUlversion : SVM-branch-2.0+5220

WWW. interra.com.tr

Figure 2 Home Page
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3 NETWORK

You will see NETWORK button enabling you to make network settings, on upper right corner
of Home Page. You can change ip address, net mask, gateway and dns settings of sip server
from network screen. Device should be restarted after modifications are performed.

[ 192.168.1.69/network.php %

« C ff [4192168.1.69/networkphp ady =
5 Uygulamalar [ PI0X Tirkiye | Tarki.. [ mobotix Gelecegi Yazanlar|.. [ English (T Android (CJ Ubuntu (] PHP & Mysql (] SSHvs » [ Diger yer igaretleri

Netwrork datic B

192 168.1.69

2552552550

192.168.1.1

bns 182.168.1.1

Figure 3 Network Settings
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4 USERS

When you enter Users from left menu, you will see previously created users. You can add
new users, edit or delete existing users in this screen.

(*) Manage User Extensions %

&« C' A | [ 192.168.1.69:8088/asterisk/static/config/index.html Q sy A =
% Uygulamalar [ PO0X Turkiye | Turki. [ mobotix . Gelecegi Yazenlar|.. (] English (] Android [J Ubuntu (] PHP 8t Mysgl (] SSHvs » (] Diger yer isaretleri

Network || Logout
YOMNNET INTERRA SIP SERVER -

em Status User Extensions on PBX

= * Create New User | | Modify Selected Users | | X Delete Selected Users | Where to Buy
22 Outgoing Calling Rules
L Extension Full Name Port sip IAX DialPlan ‘OutBound CID

a2 Dial Plans

1000 1000 ~ Yes ~ DialPlani 1000 Edit| |3 Delete
- horiEiTS 1001 1001 - Yes - DialPlant 1001 | Edit| |3 Delete |

Isers is a shortcut for

quickly soiee 1002 1002 - Yes ~ DialPlani 1002 Edit| | % Delote
removing all the necessary 1003 1003 - Yes - DialPlani 1003 Edit| |3 Delete
configuration components 1004 1004 - Yes = DialPlan1 1004 Edit| ¥ Delete
for any new phone 1005 1005 - Yes -~ DialPlan1 1005 Edt| % Delete

1006 1006 - Yes - DialPlani 1006 Edit| | Delete

1007 1007 - Yes - DialPlani 1007 Edil| | % Delete

e 1008 1008 - Yes - DialPlan1 1008 Edit| | % Delete

B 1009 1009 - Yes - DialPlan1 1009 Edt| % Delete
ST =TE S 1010 1010 - Yes - DialPlan1 1010 Eat| | % Dekete
53 Incoming Calling Rules 1011 1011 - Yes - DialPlan1 1011 Edit| |3 Delete
22 Paging/iniercom 1012 1012 - Yes = DialPlan1 1012 Edit( | ¥ Delete
22 Follow Me 1013 1013 - Yes - DialPlani 1013 Edil| | % Delete
e e 1014 1014 - Yes - DialPlan1 1014 Edit| | Delete
v 10800 10800 - Yes - DialPlani 10800 Edit| | % Delete |

23 Asterisk Logs

Copyright 2006-2011 Digium, Inc. Digium and Asterisk are registered trademarks of Digium, Inc. All Rights Reserved. Legal information

Figure 4 User Screen

Add New User page is displayed with Create New User button. You will have to fill the fields
specified below.

Extension: User ID

Callerld Name : User name

Callerld No : User no

SIP : Active/Inactive status of SIP Protocol Make it active.
IAX : Active/lnactive status of IAX Protocol Make it inactive.
Codec Preference : Displays active codecs.

MAC Address : Mac adress of user. User no could be entered.

SIP/IAX Password : User's password.

WWW. interra.com.tr
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(#) Manage User Extensions %

&« C A [ 192.168.1.69:8088/asterisk/static/config/indexhtml

i3 Uygulamalar [ POOX Tarkiye | Tarki.. (] mobotix . Gelecegi Yazanlar| ... (] English [ Android (] Ubuntu [ PHP & Mysql (1 SSHvs ] 35 Sunveillance P Ca... [ indir

INTERRA SIP SERVER

Qmyy a

(] Diger yer isaretleri

Network || Logout

%

uigoing Calling Rules

nks
Create New User

— General
Extension: 6000 @ callerlb Name © piaiPian: [ oemient v | @ o
01
Users is a shortcut for Internal CallerlD:go00 @ CallerlD Number: @ 0o
quickly adding and =
removing A Enable Voicemail for this Ussr (@ b
configuration components 04
for any new phone. VoiceMail Access PIN code: @ Email Address. @ 05
= =
07
@ sip @ @1ax @ Analog Station: [None v | @ flash @:|750 efiash @: 1250 o
Codec Preference  Firstu-aw ¥ [Second {esm v |Third {Nene ¥ |Fourih | MNone v |FiflhNone ¥ 09
Time Intervals
R — VolIP Settings 10
coming Calling Rules 11
MAGC Address : @ Line number:[1 v | @ Linekeys:[1 v| @
'aging/intercom 12
m SIPAX Password: @ 1ax: Require Call Token: @ v A
e 1AX: Max Call Numbers: @ 14
NAT: @ @ can Reinvite: [ © DTMF Mode:[rrcasaz v | @ insecure:| na v @ 80D
— trer Optons
3-Way Calling (analog) @ In Directory @ Call Waiting (analog) @
terisk Logs ADA User @ s Agent @ Pickup Group:[1 ¥
all Detail Records ™t
clive Channels bet © Cancel | | ¥ Update
Bulk Add b*#

ile Editor
Asterisk CLI
IAX Setfings

32 SIP Seftings

i |

Figure 5 New User

An Example of User Settings:

(#) Manage User Extensions %

« C' ff [} 192.168.1.69:8088/asterisk/static/config/index.html
5 Uygulamalar [ PI0X Tiirkiye | Torki...

] mobotix Gelecegi Yazanlar|.. [ English (T Android (CJ Ubuntu (] PHP & Mysql (] SSHvs

Edit User Extension !

YOMNNET
INTERRA SIP SERVER

Q By [}
[ Diger yer isaretleri

Network || Logout

£

Edit User Extension - 1000 Advanced Edit
- Geneal

22 Outgoing Calling Rules

Extension: 1000 @ callerd Name: 1000 @ DialPlan: [ DaFsnt v | @

DTS Internal CalleriD:10g0 @ CalleriD Number: 1000 @
Users is a shortcut for [ [ Enable Voicemail for this User @
quickly adding and X i
removing all the necessary VoiceMail Access PIN code: @ Email Address: @
configuration compenents
for any new phone — Technology
td SIPG) IAX(D Analog Station: | Nene ¥ @ flash @ rxflash @.
Codec Preference : First | u-sw ¥ |Second ] Gsm v |Third | H253p ¥ |Fourth | 1254 v |Fifth | None ¥
22 Ring Groups — VolP Settings
2 Time Intervals MAC Address : 1000 @ Line Number [ v | @ LineKeys [1 v | @
ncoming Calling Rules SIPAIAX Password: 1000 @ 1ax: Require Call Token: © h

IAX: Max Call Numbers: @
NAT: @ @ can Reinvite

Paging/intercom
Follow Me
22 Call Features

22 System Info

CDDTMFMOGSZ RFC2833 ¥ @msecure: no ¥ @

— Other Options

3-Way Calling [analng:@ In Directory @ Call Waiting (analog) @
ADA User @ Is Agent@ Pickup Group: |1 ¥

22 Backup

Asterisk Logs

® Cancel | | & Update

i,

Copyright 2006-2011 Digium. Inc. Digium and Asterisk are registerad trademarks of Digium. Inc. All Rights Reserved. Legal information

Figure 6 Sample User

WWW. interra.com.tr
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When extra settings should be needed about users, those settings shall be performed by
entering Advanced Edit in user edit screen.

(¥) Manage User Extensions %

L C' M | [ 192.168.1.69:8088/asterisk/static/config/indexhtml| Q< B =
i Uygulamalar [ P9OX Tirkiye | Tarki.. (] mobotix ' GelecegiYazanlar|.. ([ English (] Android [ Ubuntu [ PHP & Mysgl (] SSHvs » [ Diger yer igaretleri

Network || Logou
INTERRA SIP SERVER (Neteor] Logout]

Where 16 Buy

tulname=1000
Outgoing Calling Rules registersip=no ¥ Delste
host=dynamic
Dial Plans caligroup=1 Edit| | ¥ Delete
iy=
e 1000 o oaee
Edit| |3 Delete

Users is a shortcut for cal-limit=100

i

quickly adding and type=peer Edit| | ¥ Delete

removing all the necessary :‘“""f‘"‘e”:“ Edi| [X Delete
ransfer=yes —

configuration components callcounteryes Edit| | % Delete

for any new phone

context=DLPN_DialPlan1 Edit| | Delete
cid_number=1000 )

hasvoicemaii=na e | Bt | 1] 3 Delete
vmsecret= ) Edit| | X Delete

m X Delefe
22 Ring Groups |® Cancel | |6 Update =
= Edit| | ¥ Delete
Time Intervals —
107 107 = Yes = DialFlanT 107 Edit| 3 Delete
Incoming Calling Rules 1013 1013 - Yes - DialPlan1 1013 Edit| % Delete
Paging/intercom 1014 1014 - Yes - DialPlan1 1014 Edit| |3 Delete
Follow Me 10800 10800 - Yes - DialPlan1 102800 Edit| | ¥ Delete
Call Features

System Info

i

Asterisk Logs

Copyright 2008-2011 Digium, Inc. Digium and Asterisk are registered trademarks of Digium, Inc. All Rights Reserved. Legal information

GUl-version : SVM-branch o

Figure 7 User Details Screen
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5 RING GROUP

INTERRA

Itisusedto make a certainring group or aringingorderbetween the users created by you.

(#) Manage RingGroups. x
€« C' M | [} 192.168.1.69:8088/asterisk/static/config/indexhtml
5 Uygulamalar POOX Tarkiye | Tarki.. [ mobotix

YaNIET

. GelecegiYazanlar|.. [ English (] Android (] Ubuntu (] PHP &Mysql (] SSHvs

INTERRA SIP SERVER

1 us

+ New RingGroup
Ouigoing Calling Rules

Extension Ring Group Members
200 200 1001(SIP) 1001

an%/ @ & =
» (] Diger yer isaretleri

Network || Logout

Edit| | % Delete
dit| |3 Delete

il

Define Ringgroups to dial
more than one extension
simultaneously, or to ring
more than one phone
sequentially. This feature
may also be called
Huntgroups.

22 Incoming Calling Rules

Copyngnt 2006-2011 Digium, Inc. Digium and Asteri

of Digium, Inc. 41l Rights Reserved. Leqal infomation

Figure 8 Ring Group Creation

You will be requested to enter Ring Group Name and userid of this group whenyou create a new
group here. Uers assigned to Ring Group Members by you shall be includedinthe group.

Strategy: You can determine the usersto be runginturn or simultaneously.

Seconds toring each member: You can determinethe durationtoring usersinseconds.

If not answered Goto: You can determine the next action if not answered

It will be enough toring group user ID that you gave from the user (IP Phone, Intercom) which will

ring later.

(#) Manage RingGroups x
« C A | [)192.168.1.69:8088/asterisk/static/config/index.html
i Uygulamaler [ POOX Tarkiye | Tarki. [ English ([ Android (] Ubuntu (] PHP & Mysql [J SSHvs

[ mobotix ' Gelecegi Vazanlar |

Edit RingGroup !

YONNET
- INTERRA SIP SERVER

QR @ 8 =

» [ Digeryer isaretleri

Network || Logout

12 System Status
ks

utgoing Calling Rules T ST ) X

RingGroup Name - 200
Extension for this ring group - 200

Ring Group Members
1001(SIP) 1001

Available Users

1000(51P) 1000
1002(81P) 1002
1003(81P) 1003
1004(51P) 1004
1008(51P) 1005
1008(51P) 1008
1007(51P) 1007
10085 1P) 1008 hd

Define Ringgroups to dial
mare than one extension
simultaneously, or to ring
more than one phane
sequentially. This feature
may also be called
Hunigroups.

] [ [ [

Ring Group Options

Strategy : [[Ring all smutisnaously ¥
Seconds o ring each member: 5

Ifnot answered Goto © | User Extension ~ 1004 ¥
Ignore redirections : ¢/

O Cancel | B Save

i

Copyright 20082011 Digium, In. Digium and Asterisk are registered trademarks of Digium, Inc. All Rights Reserved. Legal Information
GUI-version : SVN-branch-2.045220

Figure 9 Ring Group Settings

WWW. interra.com.tr
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6 DIAL PLAN

Dial Plan allows you to perform permission and authorization transactions among users.

(¥) Manage Dialplans

&« C' A [ 192.168.1.69:8088/asterisk/static/config/indexhtml Q gy | -]
% Uygulamalar [ POOX Turkiye | Tarki.. [ mobetixc . Gelecegi Vazenlar|.. [ English [T Android [ Ubuntu [T] PHP 8 Mysql (] SSHvs » [ Diger yer igaretleri

Network || Logou
INTERRA SIP SERVER e

Outgoing Calling Rules

=2 Dial Plans A Dial Plan is a collection of Qutgoing Call Rules . Dial Plans are assigned to Users to specify the dialing permissions they have. For example, you might have one Dial Plan
for local calling that only permits users of that Dial Plan to dial local numbers, via the “local” outgoing calling rule. Another user may be permitted to dial long distance
numbers, and so would have a Dial Plan that includes both the "local” and "longdistance™ outgoing calling rules

ADialPlan is a set of
‘Calling Rules' that can be
assigned to ane or more
users.

Default Dial Plan Calling Rules
1 DialPlan1 default, parkedcalls, conferences, ringgroups, voi s, gueues, v oups, directory, pagegroups, page_an_extension Edit| 3 Delete
[ DialPlan2 default, parkedcalls, conferences, ringgroups, voicemenus, queues, voicemallgroups, directory, pagegroups, page_an_extension Edit| X Delete

%2 Ring Groups
Time Intervals
a2 Incoming Calling Rules

Paging/intercom
-

Copyright 2008-2011 Digium, Inc. Digium and Asterisk are ragistered trademarks of Digium, Inc. All Rights Reserved. Lagal information

GUl-version : SVN-branch-2.0-5220

Figure 10 Dial Plan

12
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7 COMMAND SCREEN

You can see user IDs, IP addresses and their registration status of users which have be en registered
on sip server, by givingcommands on command screen. You should follow Options ->Advanced
Options -> Show Advanced Options order in orderto be able to open command screen. Afterwards,
Asterisk CLI menushall be appeared.

Show/Hide Advanced opt %

®
&« C A [ 192.168.1.69:8088/asterisk/static/config/index.html Qfhd H 8 =
i3 Uygulamalar [ PSOX Tarkiye | Tirki.. (] mobotix . Gelecegi Yazanlar|.. (] English [ Android [] Ubuntu (] PHP &Mysgl (] SSHvs » (] Diger yer isaretleri

Network | Logoul
YONNET INTERRA SIP SERVER - =

ni

Igl)mgCang s General Preferences Language Change Password Reboot Advanced Options

g Stal
erv:

82 Paging/Intercom
22 Follow Me.

-
e Inte
23 Call Features

23 Sysiem Info

Admin Seftings

| 22 Asterisk Logs

Copyrght 2008-2011 Digium, Inc. Digium and Aste

Digium, Inc. All Rights Reserved. Leqal Information

19216811 60:8088 /asterisk/ststic/config/flipadvanced.html

Figure 11 Command Screen

Command screen shall requestacommand fromyou.
Sip show persis the command you will need most. You can follow the status of registered users by
thiscommand.

13
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(#) Asterisk CLT Emulator

INTERRA

« > CfH
Uygulamalar [ P90X

[1 192.168.1.69:8088/asterisk/static/config/index.html
(7 English (] Android [ Ubuntu (] PHP & Mysql [ SSHvs 35 Surveillance P Ca... (] indir »

Tarkiye | Tarki.. (] mobotix . Gelecegi Yazanlar | .

QR @ 8 =

[ Diger yer isaretleri

YOMNNET

32 System Status

22 Outgoing Calling Rules

Dial Plans

2 Ring Groups 18e2/1862
. 1ee3/1003
22 Time Intervals 1004/1004
22 Incoming Calling Rules ELalpLii

1896/1006

22 Paging/intercom 1007/1007

=2 Follow Me 1ea3/1008
1889/1089
22 Call Features 1610/1010

22 System Info

23 Oplions

INTERRA SIP SERVER

Command=sip show peers

Name /username Host Dyn Forcerport ACL Port Status
1eee/1000 192.168.1.202 D W 5052 oK (7 ms)
1891/1001 192.168.1.65 L] 32845 0K (1 ms)
192.168.1.119 D N 47652 OK (1 ms)
(unspecified) D N e UNKHOWN
(unspecified) D W e UNKNOWN
192.168.1.267 L] 45535 OK (17 ms)
192.168.1.138 D N 43585 OK (321 ms)
192.168.1.148 D W 50664 0K (2 ms)
192.168.1.138 L] 41363 OK (12 ms)
(Unspecified) D N ) UNKHOWN
192,168.1.67 D N 21512 OK (32 ms)
1e11/1011 (unspecified) D W e UNKNOWN
1812/1012 192.168.1.171 L] 43458 OK (67 ms)
(unspecified) D N ) UNKHOWN
1e14/1014 (unspecified) D W e UNKNOWN
1es80/18802 (Unspecified) D N ) UNKHOWN

23 Asterisk Logs 16 cip peers [Monitored: 9 enline, 7 offline Unmonitored: @ online, ® offline]

i Call Detail Records =
Aciive Channels 24

38 Bulk Add bet2

%2 File Editor

22 Asterisk CLI

Asterisk Command Line
Interface

2 IAX Seffings

Network || Logout

Copyright 2008-2011 Digium, Inc. Digium and Asterisk are registered trademarks of Digium, Inc. All Rights Reserved Leqal infarmation

GUlkversion : 5

WWW. interra.com.tr

Figure 12 Command Entry
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